
Ideal for the office and everyone who 
makes a lot of calls, the  
is an affordable, yet powerful SIP 
 business telephone with built-in full 
duplex speakerphone and three-party 
conference bridging.

A 2 x 24 semi-graphical LCD display 
and a menu-driven user interface 
supports easy feature management.

12 programmable keys with LEDs 
support flexible identity access/key 
configuration. A 100 number call 
memory, a 100 entry onboard address 
book (to which data may easily be up-
loaded), custom call blocking, con-
figurable/downloadable ringtones,  
auto-answer mode, DND and other 

sophisticated  features ensure con-
venience and productivity. And the 

’s built-in web server sup-
ports even simpler end user configu-
ration, screen dialing, and access to 
call history.

The  is remote-manageable 
and firmware- upgradable, uniquely 
easy to install, and largely self-con-
figuring. Broad codec support and 
full compatibility with current SIP  
recommendations ensure interoper-
ability; support for STUN (NAT tra-
versal), ENUM (for dialed-number 
resolu tion) and other state-of-the-art 
features enables flexible deploy ment 
behind local proxies, IP PBXs or 
hosted VoIP  services.

The  supports the security 
standard SRTP – a current speci-
fication from the Internet Engineer-
ing Task Force (IETF) for protection 
against eavesdropping – and TLS for 
protection against sniffing of signal-
ing and authentication data.

By limiting the need for external confer-
ence bridges/media server capacity or 
use of conference services for routine 
multiparty calls, the ’s built-in 
three-party conference bridge helps 
limit total cost of ownership, while 
also ensuring high audio quality and 
low  latency.

Innovative SIP based VoIP Phone



GENERAL FEATURES

 approx. 25 x 20 x 12 cm
 approx. 920 g

 FCC Class B, CE Mark 
 2.1 – 2.4 watts

 snomBLACK and snowWHITE

CONNECTORS

 RJ45 (Ethernet)
 5 V DC

2 x IEEE 802.3
 10/100 Mbps switch

 
IEEE 802.3af, Class 1

 RJ11 connector
 RJ11 connector

 Proprietary snom 
connector

USER INTERFACE

display with backlit

with LEDs (54 with the expansion module)

(100 entries each)

  individual ringtones

languages (NLS)

CALL FEATURES

on phone)

WEB SERVER

configuration

SECURITY, QUALITY OF SERVICE

CODECS, AUDIO

(RFC3262)

 
redundant server support

subscription for MWI events (RFC3265)

 
SIP INFO DTMF

rport (RFC3581), REFER (RFC3515)

INSTALLATION

 
via HTTP/HTTPS/TFTP with authentication

Leonie
Contact Details - all states


