
The IP telephone with the latest VoIP 
technology for the discerning caller! Ide-
al for ITSPs, offices, and private users.

As the basic model of the snom busi-
ness telephone family, the SIP tele-
phone  fulfils the require-
ments of VoIP telephony and ad-
ditionally offers numerous functions 
that are indispensable for everyday 
working life. Due to its excellent cost-
performance ratio, it is ideal both 
for ITSP  packages/products and for 
small and medium-sized enterprises, 
home offices, and private users.

The  sets new standards 
when it comes to user-friendliness: A 
two-line LCD display shows call infor-

mation, and the menu-driven user in-
terface provides simple feature man-
agement. 

The  is synonymous with 
effectiveness, time saving and flex-
ibility: It provides all necessary office 
functionalities, for example choice of 
outgoing identity, “busy” indication, 
or picking up calls. Four different 
identities are possible.

Six user- or administrator-config-
urable (or carrier-preconfigurable) 
function keys can easily be allocated 
to arbitrary menu functions like DND, 
redirection, deny, etc., or assigned to 
multiple lines. The  comes 
factory-equipped with two of its six 

programmable keys configured as 
line appearances. You can configure 
up to all six function keys this way – 
flexible enough to suit the needs of 
every user. 

Are you afraid of unsolicited eaves-
droppers, data theft, or spam calls? 
Thanks to the  you have 
no need to worry. Due to the secu-
rity standards SRTP and SIPS, the 

 is just as secure as the 
business models snom 360 and 320. 
This makes it perfectly suited for use 
in sensitive environments such as in 
banks and medical or military estab-
lishments.

SIP based VoIP Phone



GENERAL FEATURES

 
approx. 20 x 18.5 x 12 cm

 approx. 730 g
 IEC 60950-1:2001, 

CB Test Certificate: DE 02011039
 FCC Class B, CE Mark 

 1.7 – 2.7 watts
available in snomBLACK and 

snowWHITE

CONNECTORS

 RJ45 (Ethernet)
 5 V DC

 2 x IEEE 802.3 10/100 Mbps switch
 IEEE 802.3af, 

Class 1
 RJ11 connector
 RJ11 connector

USER INTERFACE 

 
with LEDs

(100 entries each)

 ring tones

languages (NLS)

CALL FEATURES

 
on phone)

WEB SERVER

configuration

SECURITY, QUALITY OF SERVICE

CODECS, AUDIO

SIP

(RFC3262)

 
redundant server support

subscription for MWI events (RFC3265)

 
SIP INFO DTMF

rport (RFC3581), REFER (RFC3515)

INSTALLATION

 
via HTTP/HTTPS/TFTP with authentication

Leonie
Contact Details - all states


